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Avaya Solution & Interoperability Test Lab

Application Notes for British Telecom (Financial Technology
Services)Session Managewith Avaya Aura® Session
Manager and Avaya Aura® Communication Manager-
Issuel.O

Abstract

These Application Notedescribe the configuration steps required to inte@atish Telecom
(Financial Technology ServiceSession Managewith Avaya Aura® Session Managemnd
Avaya Aura® Communication Managdritish TelecomSession Manages a SIPproxy that
interoperags withAvaya Aura® Session Manageia a SIP Trunklt is used to route calls
the British Telecom trading turrets.

Readers should pay attentionSection 2, in particular the scope of testing as outlined in
Section 2.1 as well as the observationgdan Section 2.2, to ensure that their own use cg
are adequately covered by this scope and results.

Information in these Application Notes has been obtained through DevConnect com
testing and additional technical discussions. Testing was ctatlwia the DevConne
Program at the Avaya Solution and Interoperability Test Lab.
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1. Introduction

These Application Notes describe the configuration steps requiset¢essfullyntegrate
British Telecom(BT) Session Managevith AvayaAura® Session Maagerand Avaya Aura®
Communication ManageThe British TelecomSession Manages a SIP Proxy that uses
Session Manageo route calls between Caonunication manager and Bfiading turrets via
SIP Trunk.

2. General Test Approach and Test Results

The geneal test approach was to configure BiE Session Manageo communicate with the
Session Managetia a SIP Trunk

DevConnect Compliance Testing is conducted jointly by Avaya and DevConnect members. The
jointly-defined test plan focuses on exercisingsA&#hd/or standaresased interfaces pertinent

to the interoperability of the tested products and their functionalities. DevConnect Compliance
Testing is not intended to substitute full product performance or feature testing performed by
DevConnect membsy nor is it to be construed as an endorsement by Avaya of the suitability or
compl eteness of a DevConnect memberds solutio

2.1. Interoperability Compliance Testing
The interoperability compliance test included both feature functionality and serviceability
testing. The feature functionality testing focusedcarrying outdifferent call scenarios with
good quality audioThe tests included:

1 SIP trunk is connected andsarvice

1 BT Turretcanmake and receive calga BT SessioManager

1 BT Turret can trangfr and conferencaa BT SessiomManager

91 BT Turret can recover from loss of servidga BT SessioiManager.

2.2. Test Results

All test cases were passeith the following observations.
1 Avaya SIP session timers must be set to 30 minutes to allow all sesfseshes to be
done by the BT Session Manager every 23 mindtess. setting is configured iSection
5.
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2.3. Support

For technical support for BT Session Manager and BT Netrix turretstthénBied Trading
Interoperability Teantan be contact at:
Email: Unified.trading.interop.team@bt.com

3. Reference Configuration

The configuration shown iRigure 1 was used during the compliance tesBdfSession
Managemwith Session Manager and Communication Manag&rSession Managettilizes a
SIP trunk to communicateitl BT Netrix andBT Hi TouchTurrets and Avayhandsets

Avaya Aura® Session
— SIP—— ——— > Manager

o Avaya aura®
2= Communication -—’f
Manager

G430 Media Galewry

Digrtal

Metrix Turret
Hi-Touch Turret

BT Session Manager

MST Load Balancer

NST Media
Resource Broker

Dialogic Madia
Server

Figure 1: Connection ofBritish Telecom Session Managewith Avaya Aura® Session
Manager and Avaya Aura® CommunicationManager
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4. Equipment and Software Validated

The following equipment and sefare were used for the sample configuration provided:

Equipment/Software ReleaseYersion

Avaya Aura®Communication Manager | R7.0 Build R017x.00.0.44Q

Version 7.0.1.1.0.441.23169

Updates: 00.0.441-23169
PLAT-rhel6.50010

Avaya Aura® Sesion Manager R7.0.1Build 7.0.1.1.70114

Avaya Aura® System Manager R7.0.1.2Build 7.0.0.0.16266

Update 7.0.1.2.075662 Service Pack 2

Avaya 96x1Series IP Deskphones H.323 6.6029

Avaya 96x1 Series IP Deskphones SIP | 7.0.0-080615

Avaya 2420 Series Digit@deskphones Rel 6 FWV 6

British TelecomSession Manager (€o 4.2.1.3

Hosted).

British TelecomNST Load Balancer 1.3.23

British TelecomNST Media Resource 1.2.23

Broker (MRB)

British TeleconDialogic Media Server. | 2.4.12290

British TelecomSIP Netrix Turret 4.2.0.13
British TelecomHi Touch Turret 1.35.1
SIW, Reviewed: Solution & Interoperability Test Lab Application Note 4 0of 27
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5. Configure Avaya Aura® Communication Manager

This section describes the steps required to allow Communication Manager to communicate with
SessiorManager. Is it assumed that Communication Managesstalled and configured before
implemening the configuration step§or all other provisioning informatiqisuch as initial
installation and configuration, please refer to the product documentatiaciion 11
The configuration illustrated in thgection was performed using Communication Manager
System Administration Terminal (SAT).
Configuration steps include:

1 Check SIP Trunk Licensing.

1 Add entries in the Dial Plan for use with SIP Trunk and routin@Vigsession Manager

1 AdministerSIP Trunk (toSession Manager).

1 Add Route Pattern.
Using thedisplay systeaparameters customeoptionscommand go tpage 2and check that
the system is sufficiently licensed for SIP Trunks.

display system - parameters customer - options Page 2 of 11
OPTIONAL FEATURES

IP PORT CAPACITIES USED
Maximum Administered H.323 Trunks: 12000 O
Maximum Concurrently Registered IP Stations: 18000 3
Maximum Administered Remote Office Trunks: 12000 O
Maximum Concurrently Registered Remote Office Stations: 18000 0
Maximum Concurrently Registered IP eCons: 414 0
Max Concur Registered Unauthenticated H.323 Stations: 100 0
Maximum Video Capable Stations: 41000 0
Maximum Video Capable IP Softphones: 18000 0
Maximum Administered SIP Trunks: 24000 10
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Use thechange nodenames ipcommand to add the Session Manager

change node - names ip Page 1lof 2
IP NODE NAMES
Name IP Address
SM1677 10.10.16.77
default 0.0.0.0
procr 10.10.16.27
procré B

Usechange dialplan analysiso add &3 digit dial access codédc) for use in the SIP Trunk, a

unform dial plangdp) entry for calling out over the SIP Trunk and check that there is an entry

for feature access codésg).

change dia Iplan analysis Page 1of 12
DIAL PLAN ANALYSIS TABLE
Location: all Percent Full: 2
Dialed Total Call D ialed Total Call

String Length Type

Dialed Total Call
String Length Type
7 udp
3 dac
5 udp
7 udp
7 ext
1 fac
3 fac
3 fac

String Length Type

+H *@%ODCD\IN
\‘

Useadd-signaling-group x, where x is the number of the group required.T3ahsport

Method to tcp, Near-end Node Nameo procr andFar-end Node Nameo the entry added in
node-names Set theFar-end Network Regionto 1 andDirect IP-IP Audio Connections?to
n.

add signaling - group 76 Page 1of 2

SIGNALING GROUP

Group Number: 76 Group Type: sip

IMS Enabled? n Transport Method tcp
Q SIP? n
IP Video? n Enforce SIPS URI for SRTP? y

Peer Detection Enabled? y Peer Server: SM
Prepend '+' to Outgoing Calling/Alerting/Diverting/Connected Public Numbers? y

Remove ' +' from Incoming Called/Calling/Alerting/Diverting/Connected Numbers? n
Alert Incoming SIP Crisis Calls? n

Near - end Node Name:  procr

Far - end Node Name: SM1677

Near - end Listen Port: 5060 Far - end Listen Port: 5060
Far - end Network Region: 1
Far - end Domain:
Bypass If IP Threshold Exceeded? n
Incoming Dialog Loopbacks: eliminate RFC 3389 Comfort Noise? n
DTMF over IP :rtp - payload Direct IP - IP Audio Connections? n

Session Establishment Timer(min): 3
Enable Layer 3 Test? y

IP Audio Hairpinning? n

Alternate Route Timer(sec): 6
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Useadd trunk-group ,x where x is the number administered for the signaling grongRage 1
set theGroup Type to sip. Set theTAC to suitable entry based on the dial ptkat

administered above. Set tBervice Typeto tie, Signaling group to the one administered above
andNumber of Membersto a number satisfactory for call routing requird85shown is the
max for this type of trunk group).

add trunk - group 76 Page 1 of 21
TRUNK GROUP
Group Number: 76 Group Type : sip CDR Reports: y
Group Name: ToSM7 COR: 1 TN: 1 TAC 776
Direction: two - way Outgoing Display? n
Dial Access? n Night Service:
Queue Length: 0
Service Type: tie Auth Code? n
Member Assignment Method: auto
Signaling Group ;76
Number of Members: 255

OnPage 2 set thePreferred Minimum Session refresh Interval(sec): to 180@s this is a time
greater thn the BT Session Manager refresh interval.

change trunk - group 76 Page 2 of 22
Group Type: sip

TRUNK PARAMETERS
Unicode Name: auto

Redirect On OPTIM Failure: 5000

SCCAN?n Digital Loss G roup: 18
Preferred Minimum Session Refresh Interval(sec): 1800

Disconnect Supervision - In?y Out?y

XOIP Treatment: auto Delay Call Setup When Accessed Via IGAR? n

Caller ID for Service Link Call to H.323 1 XC: station - extension
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On RPage 3 set theNumbering Format. For this testthe private numbering tablevasused to
set the calling party number formatd send it over the SIP trunk

add trunk - group 76 Page 3 of 21
TRUNK FEATURES
ACA Assignment? n Measured: none
Maintenance Tests? y

Numbering Format: private
UUI Tr eatment: service - provider

Replace Restricted Numbers? n
Replace Unavailable Numbers? n

Hold/Unhold Notifica tions? y
Modify Tandem Calling Number: no

Show ANSWERED BY on Display? y

Next, a route pattern needs to be added so that call can be routed out of Communication Manager

to Session Manageddsechange routepattern x where x is the number of the SIP trunk
created. Enter the Trunk group created above beside théifrstio, anFRL of O.

change route - pattern 76 Page 1of 3
Pattern Number: 76  Pattern Name : ToSM7

SCCAN? n Secure SIP? n  Used for SIP stations? n

Grp FRL NPA Pfx Hop Toll No. Inserted DCS/ IXC

No Mrk Lmt List Del Digits QSIG

Dgts Intw
1. 76 0 n user
2: n user
3: n user
4: n user
5: n user
6: n user
BCC VALUE TSC CA - TSC ITC BCIE Service/Feature PARM Sub Numbering LAR

012M4W Request Dgts Format

l:yyyyynn rest levO - pvt none

An Alternate Route SelectiohRS) entry must be made falialing the externahumbes that are
to be routedver the SIP trunk tBT Session ManagetUsechange aaranalysis x where X is
the first number in the dialed string. $®aled String to x, Total Min/ Max to the length of the
number to be dialedRoute Patternto the one administered above @all Type to aar.

change aar analysis 3 Page 1lof 2
AAR DIGIT ANALYSIS TABLE
Location: all Percent Full: 2
Dialed Total Route Call Node ANI
String Min Max Pattern Type Num Reqd
3 4 4 76 aar n
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6. Configure Avaya Aura® Session Manager

In this sectionthe configuration steps required to conrgé€tSession Managéo Session
Manager as a SIP entity are described. It is assumed that an existing Session manager instance
has already been installed anchitgured as this is out with the scope of this document. All
Configuration steps were carried out using Avaya Aura® System Manager. Configuration steps
will include:

1 Adding aBT Session Manage&IP Entity.

1 Adding an Entity Link.

1 Adding a Routing Policy.

1 Adding a Dial Pattern.
From the System Manager home screen sélechents Routing

Aura~ System Manager 7.0

X
Administrators Communication Manager Backup and Restore
Directory Synchronization Communication Server 1000 Bulk Import and Export
Groups & Roles Conferencing Configurations
User Management Engagement Development Platform Events
User Provisioning Rule IP Office Geographic Redundancy
Media Server Inventory
Meeting Exchange Licenses
Messaging Replication
Presence Reports
Routing Scheduler
Session Manager Security
Work Assignment Shutdown
Solution Deployment Manager
Templates
SIW, Reviewed: Solution & Interoperability Test Lab Application Note 9 of 27
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SelectSIP Entities from the left hand menu and click dlewto add theBT Session Manager

entity.

* | € https:}}10.10.16.70/SMGR}

Home Session Manager

Adaptations

SIP Entities

= =

Replication x Routing

< Home / Elements / Routing / SIP Entities
mm SIP Entitles

Aura System Manager 7.0

11 Items o

|:| |Name

|FQDN or IP Address

Enter a descriptivBlameand theFQDN or IP Addressof theBT Sessio Manager SetType
asSIP Trunk and choose @&ime Zone from the drop down menu€lick onCommit to save
the changes.

Aura System Manager 7.0

Home Routing x

Locations

Adaptations

+ Home [ Elements / Routing [ SIP Entities

SIP Entity Details

General

| “Roung |
| oomans |
| tocatons |
| Adaptations |
* FQDN or IP Address: (172.27.130.1
Type: |SIP Trunk
Adaptation: [+]
Loction: =
Time Zone: |Europe/London E|
* SIP Timer B/F (in seconds): 4
Credential name:
Securable: [7]
Call Detail Recording: | egress E|
Loop Detection
Loop Detection Mode: | On [+]
Loop Count Threshold: |5
Loop Detection Interval (in msec): 200
STP | ink Monitaorinn
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Next, add an Entity link between th&l Session Managemnd Session Manager entities. Select
Entity Links from the left hand menu aratick on New.

T0 | @hitpsif]10.10.16.70/SMGR/

Aura System Manager 7.0

» x x

Home Session Manager Replication

‘ Home [ Elements / Routing / Entity Links
EE=——
- Entity Links

7 Items &2

Routing

Enter a descriptivBlameand then select the Session ManagesI&sEntity 1 from the drop
down. Select thBTSM entity asSIP Entity 2. Select thérotocol administered on thBT
Session Manageserver. TCP was used during testing. Thers will automatically change to
the defaul506Q Click onCommit to save changes.

Aura System Manager 7.0

Home Routing *
m< Home / Elements / Routing / Entity Links
[ vomans | -
i i Commit || Cancel
Entity Links
Adaptations
- = 1ltem o Filter: Enal
Entity Links &
B |name —— protocol | port 1P Entity 2 ONS | oo
Override
Routing Policies
Dial Patterns [ r|eTsm_EL * |Q,5M71676 Tcr[+] *[s060 ~QETSH O * 5060
Regular Expressions <] Ut
| PR | seect : Al None
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From the left hand menaelect Routing Policie@ot shown) and click oNew.

e | @https:if10.10.16. 70/MGRY

Aura System Manag

& g Routing

Session Manager

Replication

¢ Home /[ Elements / Routing

. Routing Policies
—r—

x

/ Routing Policies

New

Adaptations

7 Items oY

Enter a descriptivBlameand undeSIP Entity as Destinationclick on Select

Aura  System Man;

x

Home Routing

4 Home [ Elements / Routing / Routing Policies

Routing Policy Details

Locations
Adaptations
General
* Name:
Entity Links
Disabled:
Time Ranges
N .. * Retries:
Routing Policies
Notes:

Dial Patterns

Regular Expressions . . .
< P SIP Entity as Destination

BTSM_RP

|| Select |

From the list ofSIP Entities, select thaBTSM entity and

click orBelectto save changes.

Home Routing x

« Home / Elements [ Routing / Routing Policies

SIP Entities

Adaptations

SIP Entities

Entity Links
Time Ranges 22 Items &
Routing Policies | Mame FQDN or IP Address Type
AAEP1620 10.10.16.20 Voice Portal
Dial Patterns X
AMS1616 10.10.16.16 Media Serve
Regular Expressions Applianx 10.10.16.5 S1P Trunk
Defaults @ BTSM 172.27.130.1 SIP Trunk
SJW Reviewed: Solution & Interoperability Test Lab Application Note 12 of 27
SPOC 2/6/2017 ©2017 Avaya Inc. AllRights Reserved. BT_SM ASM70



From the left hand menselectDial Patterns (not shown) and click oNew.

Home Session Manager = Replication X Routing

4+ Home /[ Elements / Routing / Dial Patterns

- Dial Patterns
Locations

Adaptations

Enter thePattern that will route calls to th8T Session Manageserver and seheMin and
Max to the length of the number to be dialed. Undeginating Location and Routing
Policiesclick on Add.

Aura” System Man

Home Routing x
m' Home / Elements [ Routing / Dial Patterns
| vomans |
Dial Pattern Details
General
——
Emergency Priority: 1
——
SIP Domain: |-ALL- =
Notes: |

Originating Locations and Routing Policies

|| Add | | Remuve:‘
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SelectApply the Selected Routing Policy to All Originating Locationsand undeRouting
Policiesselect theBT Session Managétouting Policy added above.

Aura” System Mana
- *
Home Routing

« Home [ Elements / Routing / Dial Patterns

Originating Location

Locations
Adaptations
Originating Location

Entity Links
Apply The Selected Routing Policies to All Originating Locations

Time Ranges

Routing Policies

2 Items 2
Dial Patterns S~ e
Regular Expressions Devconnedt
Defaults Speakerbus

Select : All, None

Routing Policies

14 Items
ﬂ Name Disabled Destination
[ AmaEP1620_RP AAEP1620
[ AMSs1616_RP AMS1616
[  applianx_rP Applianx
BTSM_RP BTSM
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7. British Telecom Session Manager Configuration

8080, for exampléttp://10.221.4.223:8080

In the first instance, please browse to the BT Session Manager VIP Address followed by port

e 9 3 n 4

TheLiveView screen is shownvhich is the default webpage after logging in.

Rettansmission | Togets | Locations | Praform | Resaur

O ouatied 05.Dec 2016 H:11:47
(Number of Records: 15) 1 2

User ¢ Status Turrst Location contig Cluster Device Type P Address 1 1P Address 2 Serial #

10.221.888
Al ndon 10

Alive

Sw11

suz e

u

swis

VERSION INFORMATION
Name
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http://10.221.4.223:8080/

Using the tabs highlighted below, enter the Target configuration area and\s®=lect

save

o | @B weoers

(Number of Records: 10) “ 20 [-]
Name Type Address ¢ Protocol Port & Transport Locations
All -l All - All [=] All -l
(DirectDinl [~ 10221108213 sP 5060 (o [+ London ®B
(Private Wire |~ 10221108213 SIP_INFO 5060 tcp London .
Cor (Confersnce [~ 102214223 sP 5070 (e [= London | ]
CUCM-105 (DiroctDial [+ 10221556 sP 5060 (e |+ London | ]
CUCM-115 (DirectDial [~ 10.2216.100 sP 5060 fcp = London | ]
Redbox_4. 167 | Rotransmission 102214167 SIP_REC 5060 feo [+ London | ]
Redbax_5.167 | Rotransmission |+ 10.221.5.167 SIP_REC 5060 (1ep London '
Vega400G-DDI (DirectDial [~ 10.221.108.203 s 5060 e [= London .
Vega400G-DDI_108-208 Dire e 10.221 108 208 sP 5060 tcp London .
Vegad00G-PW (Private Wire [+ 10.221.108 203 SIP_INFO 5060 s London '

Enter the Target name, the IP Address of the Avaya Session Manager and the gelgcnd
Save

New @I mroeTs
(Number of Records: 11) 1 20 [+]
Name & Type Address ¢ Protocol Port & Transport Locations
Al I Al I+l Al i~ All -

I ] Avaya-SM-7.0 (DirectDial |- 10.221.7.105 sP 5060 [p = London [ ]

wudioCodes- (DirectDial |~ 10.221.108.213 SiP 5060 ftp =] London
(Private Wire |~ 10221108213 SIP_INFO 5060 [tcp - London .
Conference (Conference |+ 102214223 siP 5070 tp =l London B
CUCM-10.5 DirectDial |~ 10221556 siP 5060 [tep - London '
CUCM-116 (Direct Dial [~ 10.2216.100 SIP 5060 [tcp London | ]
Redbox_4 167 Retransmission + 10.221.4 167 SIP_REC 5060 fcp =l London .
Redbox_5.167  Retransmission + 102215167 SIP_REC 5060 (ke 1=l London | ]
Vega400G-DOI (DirectDial [~ 10221 108203 sP 5060 ftp = London | ]
Vegad00G-DDI_108-208 (DiroctDial |~ 10.221.108.208 siP 5060 e [=l London .
Vegad00G-PW (Privato Wite |~ 10221108203 SIP_INFO 5060 fcp 1=l London | ]

At the bottom the Ul, check that the Target has saved to the Database successfully.

Targets Added Successfully.
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Now move to the Target Group tab as highlighted in the picture below andiéelect

m TARGET GROUP Remove TARGETS
— Nam <73
~ T B AusoCodes-DDITG B
= SSIGNED TARGETS IN TARGET GROUP: Select for assigmment
A d
|AudioCodes-DOI-TG Bty cra e e le o]
AudioCodes-PW-TG Private vire .
|| Avaya-SM-7.0 | OO
{ AudiaCades DDV
Conference TG e CUCM-105 DDl
CUCM10.5-TG. | et = e
CUCM-115TG  onstoal Vega400G-DOI | omacw
Redbox_4 16716 [rm— " :
Redbox_5 167-16. Recansmisyon _ Vegad0DG-DOI 108208 miweroid
Vegad00G-
DDI_108-208-TG —
Vega400G-DDITG | Deestont
Vegad00G-PW-TG Provne vive

A text box will appear, enter your chosen Target Group name.

€ 0 wmam e e O 3+ a4

@ hipsi/smtcodet.

TARGET GROUPS

TARGET GROUP
= & 2Z2ZzZzZ0Z%Z 2 teemdkw [(emen Tl wroeTs
o —
Heilnka s tnlin ] ASSIGNED TARGETS IN TARGET GROUP: Select for avsignment
AusoCodes-DDLTG | DimetOm oty . ® [+]
AusoCodes PW-TG Provae ee
No data found AudioCodes:DDI © omanel
Conference-TG | Comtrenc Private wie
| MusoCodes-PW
CUCMI05TG | omeow
CUCM15TG © Cow | Avaya-SMTO omanal
Redbox_4 167.TG. Aevansmission. » Conference | Contwrence
Redbox_5.167-TG Rewanmminsion | CUCK-105 © ownul
Vegad00G- | CucM5 | Omata
DDI_108-208-TG G ~ Redbox_4.167 Rewamamasion
s | Redbox 5167 P —
Vegad00G-PW-TG o

é

Select the Target created earlier by selecting the checkbox next to the Target Name and then
selectAssign.

. e Re Locations | Piatiorm | Resources | Dvoctories | Keys | U
Cancet
o TARGET GROUP Remeve
= Name
~ | - Avaya-SN-70-TG
torn - S A0
. ASSIGNED TARGETS IN TARGET GROUP: Select for axvigament
:mcmsm: Ot et s e (o]
jloCodes-PW.] o .
found || AudioCodes-DDI  Omciow
Conference-TG | Contreace Ho aata -
__AudioCodes-PW Private
CUCMI05TG Dt
CUCM-115-TG omana cari-m e
Redbox_4167-1G — 3 r—
Redbox_5 167-TG Retramamissan | CUCM-105 © Diotoid
Vegad00G- CUCM-11.5 oot
DOI_108-208-TG I Redbox_4.167 oo
Vegad00G.0DATG ot | Redbox 5 167 Aemanmion
Vegad00G-PW-TG o d s
| Vegad00G-DDI_108-208  (tirwetoia
"1 Vegad00G-PW Prvin vioe
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The Target will now move into the centre pane as shown in the picture below, novbsskect

TARGET GROUPS

TARGET GROUP -
Remeve L Assien RATSH
Name
~_ B B Avaya ST 0TG B
"’"‘ o el) ASSIGNED TARGETS IN TARGET GROUP: Setect I emwmont
AudoCodes-DOI- @ =
 oeanar oty s (-]
AudoCodes PW-TG [o— el
AudoCades-DDI omaval
Conference TG  Contrnen AayaST0 i So——
CUCM105TG © owetow -_ : SR ‘M, s ;
CUCM-11 576 D 2 o
Redbox_4 167-TG newsmsmisnon Vega400G-DDI A
Redbox_5 167-76 [es—— Vega400G-DDI_108-208 (Bt
Vegad00G- ey
ODI_108-208-TG. T
Vega400G-DDI-TG | Dwectbul
Vegad00G-PW-TG oo e

Ensure that the Target Group saves ®iatabase correctly by checking for the below message
at the bottom of the UI.

Target Groups Added Successfully

Now move to the Target List tab as highlighted in the picture below and Select

- =3 PAART LAY Remove QT TARGET GROUPS
T B o 2
ort) = -] 2
ASSIGNED TARGET GROUPS I TARGET LIST (Drag to change order): Selectfor assigmmen
> 0oLTL oty
AudoCodes-PW-TL — -
e = AudioCodss-D0ITG A ST 010
: CUCM105TG
SO CUCH15TG
cuck-TL B
Redbox_4167-TL DDI_108208-TG
Redbox_5167-TL Vegad00G-DDLTG
Vegas00G-
0DI_108-208-TL
Vegad00G-DDLTL
Vegad00G-PW-TL

A text box will appear, enter the chosen Target List name.

TARGET LISTS
TARGETLIST — @ oeTarows
s = ASSIGNED TARGET GROUPS IN TARGET LIST (Drag to chy der): Seloct for wsvigument
o e (09 to change or et for vigrmen
tor - (toty) 0 .
AuioCodes-PW-TL p—_—
AuSoCodesDDITG (st
Conference-TL Contranca. e R
CUCM105-TL | Do AudoCodes-PW-TG St yory
- = Avaya-SMT0-TG BT
CUCM-TL | Diwciowr Conference-TG. onderenc
Redbox_4 167-TL oS— 3 e ——
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Select the Target Grpuhat was created earlier by selecting the checkbox next to the Target
Name and then sele8ssign.

TARGETLIST Aamove : Assign ImGETGRouP!
2

Name
a Avaya-SM-7.0-TL
oty 0 [<]
= ASSIGNED TARGET GROUPS IN TARGET LIST (Drag to change order) Select for arsigrment
(ot s [~

AudioCodes-DDITL | oweow
AudioCodes-DDI-TG  Omectow

AudioCodes-PW-TL .
ocata
Conference-TL AUBOCOdOSPWTG s vee
CUCM10.5-TL 707G o —
= -
CUCM-TL l _MN : ‘,m,
Redbox_4 167-TL Mawansmisaion Conference-TG \;m
Redbox_5.167-TL Revansmission CUCM105-TG. '\W‘—:
Vegad00G- e CUCK-115T6 omanw
DOI_108-208.TL - “‘"‘" Redvox_4 167-TG pu——
Vega400G-DDHTL oo Redbox_5 167-TG fae—
Vegad00G-PW-TL Privas viee Vegad00G- e
DDI_108-208-TG GNP
VegaOOGDDLTG (Wit

Vegad00G-PW-TG Penvam v,

The Target Group will now move into the centre pane as shown in the picture below, now select
Save

TARGETLISTS
T ZZH TARGET GROUPS
B Avay .7 0-T1 B
worn wis]
e ASSIGNED TARGET GROUPS IN TARGET LIST (Drag 1o chango order): Select for ansignment
AusoCodes-DDI-TL “ott) o]
“OO;':“’”"S:LW'“ AudioCodesDDLTG  (itieaos
erence-
CUCMI05TG ~ owee ==
CUCMIOSTL @ 'o‘ = ’:-mi »
CucK-TL CUCM-1 | Dctow
Redbox_4 167-TL W-me‘zm‘TG RO
Febas ST Vegad00G-DDLTG owaow
Vega400G-
DDI_108-208-TL
Vegad00G-DOLTL
Vega400G-PW-TL

Ensure that the Target List saves to the Datalgarrectly by checking for the below message at
the bottom of the UI.

Target List Added Successfully
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The next step is tmutethe Avaya digits to the newly created SIP Trunk to the Avaya®ura
platform. This is defined in Call Steering, use the picture below to navigate taréa of the Ul
and selecNew.

Enter the Digit information in the box that appears as shown below, here we are defining a range
of 600000- 600099. Use the drop down box to assign the Avaya Target List to these digits.

SelectSave

To confirmthat the digits will then be saved to the Call Steering table, please ensure that you see
the below message at the bottom of the UI.
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